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GENERAL INFORMATION

DIVUS GmbH
Pillhof 51
1-39057 Eppan (BZ) - Italy

Operating instructions, manuals and software are protected by copyright. All rights are reserved. Copying,
multiplication, translation and conversion, either partially or as a whole, is not permitted. You are allowed to make
a single copy for backup purposes.

We reserve the right to make changes to the manual without prior notification.

We assume no responsibility for any errors or omissions that may appear in this document.

We do not assume liability for the flawlessness and correctness of the programs and data contained on the
delivered discs.

You are always welcome to inform us of errors or make suggestions for improving the program.

The present agreement also applies to special appendices to the manual.

This manual can contain terms and descriptions, which improper use by third can harm the copyrights of the
author.

Please read the manual before beginning and keep the manual for later use.

The manual has been conceived and written for users who are experienced in the use of PCs and automation
technology.

CONVENTIONS

[KEYS] Keys that are to be pressed by the user are given in square brackets, e.g. [CTRL] or [DEL]
COURIER On-screen messages are given in the Courier font, e.g. C:\>
COURIER BOLD Keyboard input to be made by the user are given in Courier bold, e.g. C:\>DIR) .

Names of buttons to be pressed, menus or other onscreen elements and product names are

oo

given within double quotes. (e.g. “Configuration”).

PICTOGRAMS In this manual the following symbolic are used to indicate particular text blocs.

Caution!

A dangerous situation may arise that may cause damage to material.

Hint
Hints and additional notes

New
New features
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1 Introduction

1.1 PRESENTATION

The Videophone-Box allows the administration of video intercom functions in combination with the Videophone
software. After correct installation and commissioning, the following functions are available:

e  Receive calls from the external unit of the video intercom on one of the configured client devices and
use supported functions like e.g. door opener activation. A client device can be one of the following:

o  One of the DIVUS touch panel models DIVUS Superio, DIVUS Touchzone, DIVUS DOMUS or
DIVUS HOME.*
o  Mobile devices with iOS or Android as operating system with the DIVUS Videophone App.
o  Desktop-PCs or Notebooks
e  Communicate between the client devices (Interphone functionality).

e Record voice messages which can be opened by the next user of the device (Messaging-Function)

o Note: Detailed information about the Videophone software can be found in the appropriate manual!

1 The implementation of at least one wall-mounted DIVUS touch panel is recommended for the general reliability of the intercom system.
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The following scheme shows what functionalities are offered through the Videophone system:
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Audio/Video
Network (LAN)

DIVUS VIDEOPHONE
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Intercom IP X a
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DIVUS VOP SERVER
I Intercom
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Audio/Video
split
analogue signals

KO(H ELCOM.  gsteen ) SsSSIEDLE KO (H
Audio/Video
Intercom
bus-system

1.2 IMPORTANT TERMS

For better comprehension of the following instructions and information, some of the most important terms are
explained shortly below:

VolP: "Voice over IP" is an international standard; like the name already lets suspect, it allows speech
communication through the network. Initially developed for internet phoning, this technology is used also in other
areas, for example for telephone exchange systems or Videophone systems.

VolP-Server: The VolP-Server administers the calls of the individual clients present in the network, just like a
telephone central; the identification of this VolIP server takes place through the IP address of the device on which
the VolIP server is running. In a network, several VolP servers can coexist without any problems. It is only important
that all clients and each software that should communicate among each other, are using the same VolP server.

Client: as client we define nothing else than a software or a device which is able to register on the VolP server
and afterwards can receive and make calls; the Videophone software for example is such a client. Each client is
identified by a 3 digit number ( 101,102,103...) and can be reached by calling this number.

It is even possible to run the VolP server and the Videophone software as client on the same PC; the client will
run contemporarily with the server without any problems.
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Videophone-Box: the Videophone-Box is a hardware, which converts the analog signals of the video intercom
to LAN signals and enters into interaction with the VolIP server. Simultaneously, the Videophone-Box makes
available the camera picture of the door station as a network stream which can be accessed at any time by the
individual clients through the Videophone-Software (provided that the video signal is active permanently).

Videophone software: software for the communication with the intercom system and visualization of the
camera picture of the door camera, as well as for the communication of the individual clients among each other.

a/b phone signal: internationally standardized signal (analogue telephone signal), as it is used by customary
analogue telephones.

DTMF signal: "Dual-Tone-Multi-Frequency" is a standardized process to transmit the chosen telephone number
to the telephone network. Every number / character corresponds to a certain tone which consists of several
frequencies and is recognized from standardized switchboards and the telephone network. The a/b transformer
modules, to which the Videophone-Box is connected, also use this technology in order to execute an action over
the conveyed DTMF signal (for example to activate the door opener). Usually only short sign combinations, mostly
even just individual numbers, are used on that occasion. The a/b transformer module of BPT for example opens
the door if it receives the number "2" from the client as a DTMF signal during an active communication.

Network stream: essentially it is a data flow that can be accessed through the network. In case of the
Videophone-Box we are speaking about still image collected from the Videophone-Box that are called from the
Videophone software as data flow and are displayed in the main window of the Videophone software as a video.

Backend: main process of the Videophone software. It comprises the entire functionality of the software and
runs in the background. At incoming calls it can be noticed, as the video windows fades in and the ringtone is
activated.

GUI: ,Graphical User Interface”. Term for a graphical interface through which the user can command the
software. Also the Videophone software has an integrated "GUI".

Frontend: the frontend of the Videophone software is the integrated "GUI". Over this graphical interface the user
can configure the software and use its various functions.

UDP: ,User Datagram Protocol”. UDP is a simplified network protocol which can be used to remotely control the
Videophone software. For example, it enables you to create your individual "GUI" which can be used instead of
the frontend of the Videophone software.

1.3 SYSTEM REQUIREMENTS

In order to be able to use the whole functionality of a Videophone system, the following devices must be present
in the installation:

e  Atleast one DIVUS touchpanel (DIVUS Superio, DIVUS Touchzone, DIVUS DOMUS or DIVUS HOME with
multimedia.) These devices already contain the activated Videophone software.

e  VolP-Server (can also run on one of the installed PCs as software).

e A Videophone-Box

. Intercom outdoor station - might need additional modules to make it compatible with the Videophone-
Box input signals.
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The Videophone-Box offers compatibility to all video intercom systems on the market which meet the following
requirements:

e The intercom system must be able to provide the following signals in front of an incoming telephone
call from an external unit of the system (either directly over an analogue BUS signal or over a
corresponding converter interface):

e Analogue a/b phone signal (international analogue telephone standard)

e  Analogue video signal (RCA 750hm, 1Vpp, like mostly used on camcorders)

It must be possible to transfer a telephone call from the external unit of the video intercom system using the
above named signals, so that the call - after the signal conversion over the Videophone-Box - can be handled
from the VoIP server. After acceptance of the telephone call (through a DTMF signal), both the video signal and
the bidirectional audio signal must be available without any further action.

The video intercom systems existing on the market principally differ in the transfer type of the audio and video
data: there are analogous and digital systems. In the case of digital systems, which can be found more and more,
there usually exist corresponding converter interfaces, which make available the implied signals. In the appendix
of this manual you can find a list of some compatible intercom systems that already have been tested by DIVUS
in combination with Videophone. For more information about compatibility of certain intercom systems with
Videophone or an updated list of the tested products, please contact the technical support of DIVUS.

1.4 CONTENT OF THE PACKAGE

The Videophone-Box is delivered with the following components:

e Videophone-Box

. Accessories:

Power supply Audio (VolP)

Power supply Video

Network cable RJ45 Audio ( VolP)

Network cable RJ45 Video (Videoserver)

2 wire phone cable RJ11 for connecting the Videophone-Box with the a/b phone signal of

the intercom system

o  RCA cable / plug for connecting the Videophone-Box with the video signal of the intercom
system

o  Product sheet containing the default settings of the Videophone-Box (for example the IP

addresses, user credentials etc.)

O O O O O
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2 Wiring and configuration

2.1 INTRODUCTION

For a better comprehension, please read the following short explanation on how the Videophone-Box works:

The Videophone-Box is only used to convert the analogue signals of the intercom system to network-capable
signals, so that the VolP server can handle the signals. In order that the individual clients can communicate among
each other and with the video intercom, all must register on the same VolP server.

The analogue a/b telephone signal is converted into an international VolP-Standard, through which the VolP server
can create communication with the intercom system. The analogue video signal is converted into a network video
stream by the Videophone-Box, which can be shown at any time from the Videophone software. The software
combines the audio and video signals, what makes possible visual communication with the person who is ringing
at the door.

As soon as the button on the external unit is pressed, a corresponding dial module or a/b transformer module
which is connected to the Videophone-Box over a telephone cable, dials out a number. The Videophone-Box
recognizes this number and makes a connection to the PC with the active VolIP server over the network. The VolP
server executes the actions which were defined for the number dialled by the a/b transformer module; normally,
a connection to several clients is established. As soon as the connection to the clients is up, the Videophone
software appears automatically on the client PCs, showing the video signal of the external unit and emitting the
ringtone over the built-in loudspeaker.

So there is an acoustic signalization whenever anybody rings at the door and additionally the video window shows
who the person in front of the door is and what it is doing.

By clicking on the "Accept" button, the call will be activated and the audio communication between the client and
the external unit of the intercom system will be established. For establishing this communication so-called DTMF
tones are transmitted to the intercom system. In the same way, but with different DTMF tone sequences, the
door opener or the door light can be controlled. Also, the connection can be terminated by the Videophone
software by clicking on the related button of the frontend.

In few words the Videophone-Box can be seen as interface between client PCs with Videophone software
(network) and intercom systems (analogue signals).

Furthermore, the Videophone software enables calls among the single clients (Interphone function).

2.2 WIRING

As already mentioned, the Videophone-Box is divided in 2 parts:

Audio: A VolIP gateway converts the analogue a/b signal from the intercom system into standard VolIP packages.
The required connections are the following:



DIVUS Videophone-Box User Manual . 9

1. Connect the power supply Audio to a 230V power socket
2. Connect the RJ11 phone cable with the a/b phone line of the intercom system
3. Connect the RJ45 network cable Audio (VolIP) with the local network (Switch/Router)

Video: A video server converts the analogue video signal from the intercom system into a network stream. The
required connections are the following:

4. Connect the power supply Video to a 230V power socket.
5. Connect the RCA video cable to the analogue video signal of the intercom system.
6. Connect the RJ45 network cable to the local network (Switch/Router)

External unit

Video conversion module| ————

Video signal

Bus)
a/b transformer module| ———
a/b phone signa
4
1 Power supply Power supply
‘ Audio Video
3 6
‘ Q 230V
230V
. ) DIVUS TOUCHZONE
DIVUS VS1 (192.168.0.100) Switch/ Router

(VolIP server) t—J—>

Client

2.3 CONFIGURATION OF THE INTERCOM SYSTEM

The video intercom system must be configured in a way that — in presence of a telephone call from the external
unit — the a/b phone signal and the video signal are activated by the conversion modules of the intercom system.
Normally such conversion modules are handled like internal units inside the intercom bus system.
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2.4 AUDIO CONFIGURATION (VOIP)

2.4.1  INTRODUCTION

The VolP gateway of the Videophone-Box converts the analogue a/b phone signal into VolP signals, which can
be evaluated by the VolIP server and afterwards redirected to the different client PCs. As shown below, the

gateway has 4 communication ports:

PORT ANSCHLUSSTYP FARBE FUNKTION
LINE 1 RJ11 Dark green Not used
Light green . ) .

Connection to the a/b phone signal from the intercom system (use
LINE 2 RJ11 i

only the inner two contacts of the RJ11 plug)
ETHERNET RJ45 Yellow Not used

Connection to the network, for communication with the VolP
INTERNET RJ45 Blue server and the Videophone software and at the same time for re-

mote configuration purpose

The configuration menu of the gateway can be accessed over the blue INTERNET port from every PC whose IP
address is compatible with the IP address of the gateway itself.

PHONE

2.4.2 PREPARE THE NETWORK CONNECTION

In order to access the gateway configuration menu:

INTERNET
POWER
SUPPLY
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1. Ensure that the blue INTERNET port of the VolP gateway and the PC, over which you want to configure the
gateway, are connected to the local net-work. The PC and the VolIP gateway can also be connected directly;
in this case a crossover network cable must be used to connect the devices. Furthermore check that the
power supply of the VolIP gateway is plugged in.

o Important: don't connect the VolP gateway to your network before you configured it in accordance to your
network.

2. Change the IP address of the PC you are using to a value, which is compatible with the IP address of the
VolIP gateway; the illustration beneath shows an example for a VolP gateway with IP address 192.168.0.120.
It's important that the first three blocks of the IP address of the PC are identical to the first three blocks of
the IP address of the VolP gateway (in this case 192.168.0). The fourth block completes the IP address and
must be one of the free values in the network (for example 101). For changing the IP configuration of the
PC, the network configuration window of the used network connection must be opened; there the entry
"Internet Protocol (TCP/IP) Ipv4" (or similar) can be selected and opened by clicking on "Properties".

Eigenschaften von Internetprotokoll (TCP/IP)

Allgemein | Atemative Korfiguration

|P-Einstellungen kénnen automatisch zugewiesen werden, wenn das
MNetzwerk diese Funktion unterstGtzt. Wenden Sie sich andemfalls an
den Metzwercadministrator, um die geeigneten |P-Einstellungen zu
bezichan.

(OiF-Adresse automatisch bezi

(#)iFolgende |P-Adresse verwenden
|P-Adresse: 192 0168, 0 101

Subnetzmaske: 2B 255 285 0
Standardgateway: 192 168 . 0 . 1

(") DNS-Serveradresse automatisch bezishen
(%) Folgende DNS-Serveradressen verwenden:

Bievorzugter DMNS-Server: 192 168 . 0 . 20

Alternativer DNS-Server:

|

[ ok | Apbrechen |
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2.4.3  CONFIGURATION WITH WEB-INTERFACE

Open your internet browser and type the following URL into the address bar:
http://<IP address of the VoIP gateway>

For default configuration: http://192.168.0.120/

afealn
cisco Phone Adapter Configuration Utility

Version 1.3.5 (004p)

Username:

Il Remember Username

x trademarks of Cisco

You will see the login page of the VolP-Gateway.
The default username is “admin” and the default password is “1234".

Once logged in, you will see the “quick setup” menu, navigate to the “Network Setup” menu.

admin(Admin) LogOut  About  Help

'::I,'s'élo" Phone Adapter Configuration Utility

Quick Setup Voice Administration Status

v BasicSetup Internet Settings

Time Settings Internet Connection Type
» Advanced Settings

Connection Type:  StaticIP -
* Internet IP Address: 192 168 0 120

% Subnet Mask: 255 255 285 0

# Default Gateway: 192 168 0 1

MU Ao [0

Optional Settings
Host Name: VIDEOPHONE-BOX-AU
Domain Name:

DNS Server Order:  DHCP-Manual v

Primary DNS: 8 8 8 8
‘Secondary DNS: 0 0 0 1]

Use “Static IP” as connection Type. The default IP-address is 192.168.0.120, but you can change the IP address
of the VolP-gateway itself by changing the “IP Internet Address”; don't forget to check if the "Subnet Mask" is
compatible with the new IP address.


http://192.168.0.120/
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To save the changes made in this menu click on "Submit"; the VolP gateway will reboot and will then be reachable
on the new IP address.

Now go back to the "Quick Setup” page.

Note: The default line is Line 2.

admin(Admin) LogOut  About Help
CiIscC

thtlis phone Adapter Configuration Utiity

PEUERSERY  Network Setup Voice ‘Administration

Quick Setup

Line 1
Proxy.
Display Name: User D:
Passwiord:

Dial Plan

Line 2
Proxy: 192.168.0.100
Display Name: 901 User D: 901
Password: e

Dial Plan <S0:dooropener0>ox<@192.168.0.100>

suomit | [ Cancel || Refresh

co Systems, Inc. All Rights Reserved

"Proxy”: please insert the IP address of the PC on which the active VoIP server is running or the IP address of the
VolP server (for example 192.168.0.100).

"Display Name”, “User ID", and “Password”: In this fields the authentication data, which the gateway should use
to register on the VolP server, must be specified. These parameters must all use the same value; you can freely
choose between the pre-defined values 901, 902, 903, 904, 905, 906, 907, 908, 909, 910. Nevertheless, it is
recommended to start with 901. Those values stand for the 10 pre-configured external intercom units supported
by Videophone.

“Dial Plan”: this is the string through which the VolIP server is informed about which destination device to call
when a button is pushed. The first thing to know is whether the outdoor station in use is capable of sending no,
one or more 3 digit numbers when pushing its button(s).

1. It can send one number only (or none). In this case, the number to call can be inserted directly into the
“dial plan” string. As an example we'll take number 111.

a. For DIVUS VS1 with IP address 192.168.0.123 the string to insert is
<S0:dooropener0111@192.168.0.123>

b.  For DIVUS KNX Server with IP address 192.168.0.234 the string to insert is
<S0:111@192.168.0.234>

2. It can send 2 or more 3 digit numbers (like e.g. Siedle). In this case the outdoor station has to be
configured to call the 2 (or more) chosen numbers using its own setup software or web interface.
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a. For DIVUS VS1 with IP address 192.168.0.123 the string to insert is
<S0:dooropener0>xxx<:@192.168.0.234>

b.  For DIVUS KNX Server with IP address 192.168.0.234 the string to insert is
<S0:>xxx<:@192.168.0.234>

To save all changed parameters, click on ,Submit”.

Note: The VS1 has a set of predefined extensions (call functions) which use the dooropener context. It is
recommended to use those extensions and — as a consequence — the dial plan strings as shown above. If you
need to use custom call numbers, you may add them by editing the extensions custom.conf file using the
web interface; the easiest way is by copying/pasting an existing extension and then just changing the call number.
You then have to change the “dial plan” string according to your new entry.

Note: VS2 and VS3 use the same settings as VS1. Other VolIP servers may use the same settings as the DIVUS
KNX Server (possibly without the brackets <...>).

If you are unable to reach other clients after the completion of the "Quick Setup”, please go to “Voice” and select
“Line 2" in the submenu
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General

e

Streaming Audio Server (SAS)
543 Ensble: o . 548 DLG Refresh Intul E)

SAS Inbound RTP Sink

AT Settings
NAT Mapping Ensble: o v NAT Keep Alive Ensble: no v

NAT Keep Alive lisg: SNOTIFY, NAT Keep Alive Dest 3FROXY

Network Settings.

SIP ToS/DiffServ Valus: R SIP CaS Valus: 37“1'71
RTP ToSiDiffSen Value: ows | RTP CoS Value: e ]
Netwar Jitter Level: hign ditter Bufer Ajusiment ves -
SIP Settings
SIF Transport wor - SIP Fort
SIP 100REL Enasie: e - 7 5P P
Auth ResynoReboot: yes v SIP Proxy-Require:
SIP Remote-ParyID. e s1P GUID.
SIP Debug Gption e v RTP Log Intvl o
Restict Sourcs 1P o - Refercr Bye Delay 0
Refer Targst Bys Delay: o ] Referee Bye Delay: 0
Refer-To Target Contact: o - stioy 183 o -
Auth INVITE: o w Reply 182 On Gall Waiting: ~ no v
Use Anonymous Witn RPI:  yes v Use Local Adar In RO o v
Call Feature Settings
Biing Atin Xt Enable: o v MOH Server
fer When Hangup Conf: ¥es v Conference Bridge URL:
Conferancs Bridge Pors s - Enable 1P Disiing o v
Emergency Number: ] Mailbox ID:
Feature Key Syncc o v
Proxy and
Proxy. | 722 1580100 | |
Sutbound Proxy.
Use Outscund Presy, e v Use 08 Prosy In Dialeg: e
Register ve v Make Call Withaut Rep: o
Register Expires E Ans Call Without Reg: o -
Use DNS SRY: o v DNS SRV Auto Prefix o v
Froxy Fallbss Intv S Proyy Redundancy Method:  Normal v
Mailbox Subsaribe URL: ] Mailbox Subsaribe Expires: 2147483847

Subscriber Information

Displsy Name User 1o
fom— Uiz dutn 12
Ao Resident Online Number
SIP URI ]
Supplementary Service Subscription
all waiting Serv 5o SlocCID Serv =
Blask ANC Serv . Dist Ring Serv yes v
Chwa All S oo hwct Busy Sene v~
Giud No Ans Ser. v Ciwd Sel Serv v v
o Last Ser. = Sloc Lest e =
Accept Last Serv: yes - DND Serv: e v
oD Senv v v oD Ser. v v
Call Retum Serv =o Cal Regial Serv =
Gall Back Ser g Thres Wiay Call Serv ves v
Thvee Wey Cont Serv oo At Transter Serv =0
Unatin Transier Ser. v v MW Sere v v
i sen o Specd Dial S ==
‘Saours Call Sarv v - Referal San ves v
Festure Disl Serv. e Servioe Announcement Sev. no v
Reuse CID Number As Hame:  yes + concp sen =
‘Audio Configuration
Prefened Cudscs e v Secand Prefered Code: T
Thira Prefemed Codec: Unspecited v Use Pref Cosec Only 5o
Use Ramate Pref Coses . Casee Negatistion Deteult
o729 Enble = Sitence Supp Ensbe: oo
72032 Enaie v - Sitencs Thresnais, meaum -
FAX V21 Detect Enabe v v Echo Ganc Enable v v
P25 CHG Detect Ensible =o Fax Passthny Codes STt -
FAX Codec Symmetric: ¥Es - DTMF Process INFO: yes v
A Passti Meinod NE DTMF Frocess AUT. o -
FAX Pracess NSE: v v DTMF Tx Method: nBand v
Audio Coniguration
Prefened Codec: o Second Frefered Codec Era—
Third Prefened Godew: Unspecified + Use Fref Garec Only oo
Use Remote Fref Codec: o v Codec Negetiation Default v
G729 Enable e - Silence Suse Enssle: oo
o72032 Ensble e Sitence Threshol: —o
FAK V21 Detect Enati: = e Canc Ensle: =L
FAX GHG Defect Encble g FAX Passihny Godes STty -
FAX oo Symmetic: oo OTMF Process INFO: oo
A Pessti Meihod NeE v DTMF Frocess AUT. ves v
FAX Pracess NSE: Vs DTMF Tx Method: nBand
FAX Disasle ECAN Do DTHF T Hode: sws v
STMF Tx Stic Hold OF Time: 70 Fax Ensble T8 =
Hogk Flash Tx Method: None + FAX T28 Redundancy: e
FAX T38 ECM Enable: ves v FAX Tone Detect Mode: caller or callee v
Symmetiz RTP: e FAX T28 Return 1o Veies: e -
Modem Line: oo RTF fo Prosy in Remete Hold:  no +
Dial Pian
Sial Flan | T |
FXS Port Polarity Configuration
Idle Palarity TFonverd v | Caller Conn Palariy: Forwara +
Callee Conn Folarity Forward

e “Line Enable”: please set this value on “yes” to activate the VolIP functionality of the gateway

e "SIP Port”: please choose the port, over which the gateway should communicate with the VolIP server.
The default value is "5060".

e "Proxy” and "Outbound Proxy”: please insert the IP address of the PC on which the active VolP server
is running or the IP-adress of the VolP server (for example 192.168.0.100).

e Fill the fields "Display Name”, “User ID", “Password” and “Dial Plan” as described above.

Save the changes by pressing “Submit”.
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The submenu “Information” should now display “Registered”. That means that the VolP-Gateway is registered to
the VolP-server. If not, please check your settings.

sdmin(Admin)  Log Out  About

N — 5 -
cisco. Pnone Adapter Configuration Utility

Quick Setup NetworkSetup  |WOIG8 || Adminisiraion Status
Information
System
sP Cal 1 Packet Ermor cal 2 Packet Error
Provisioning
Regional Line 2 Status
et Hook Stats ot
Line2 Last Registration At 71122016 22:33:28 Next Registration In ESI
User2 Message Wating: No Mapped SIP Port:
Cal Back Acte: o
Last Called Number: dooropener0101@192.168.3.100 Last Caller Number:
Call 1 State: Proceeding Call 2 State: Idle
Call 1 Tone: Ring Back Call 2 Tone: Nene
Call 1 Encoder: G7Mu Call 2 Encoder:
Cat 1 Decoder. o7y Cat2 Decoder
Call 1 FAX: No Call 2 FAX:
Call 1 Type: Outbound Call 2 Type:
Call 1 Remote Hold: Ne Call 2 Remote Hold:
Call 1 Callback: No Call 2 Callback:
Cal1 Peer Hame: Cal 2 Peer Hame:
Call 1 Peer Phone: dooropener0101@192.168.3.100 Call 2 Peer Phone:
Call 1 Duration: Call 2 Duration:
Cal 1 Packets Sent 1028 cat 2 Pacits Sent
Call 1 Packets Recv: o Call 2 Packets Recv:
Cal 1 Bytes Sent 248000 cat 2 Bytes Sent

If you configured the VolIP gateway directly over your PC (by connecting it with a crossover network cable), you
can now disconnect the VolP gateway from the PC and connect the blue INTERNET port of the VoIP gateway to
the local network with a normal network cable (RJ45). Now the VolP gateway is ready for use; you can test if the
VolIP gateway is configured correctly by following the steps below:

. Open the start menu of a Windows PC connected to the local network and choose ,Run”

e  Enter “cmd” and [ENTER] in the appearing window to open the ,Command prompt”

e Type "ping 192.168.0.120" (IP address of the VoIP gateway) and hit ,Enter”.

e Wait a moment and check if the VoIP gateway answers to the “ping”-command. If the VoIP gateway

does not answer, there is something wrong; either the VoIP gateway is not configured correctly, or it is
not connected properly.
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2.5 VIDEO CONFIGURATION

2.5.1 CONNECTIONS

Connect the video signal of the installed door camera to the first input of the video server.

Plug in the power supply and connect it to the power jack of the video server; ensure that the power
switch beneath the power jack is turned on.

Channel 1
Channel 2
Channel 3
Channel 4

Power jack
Power switch

Network (LAN)

2.5.2  VIDEO SERVER NETWORK SETTINGS

Please insert the Videophone CD into your PC and start the program IPEDIT, which can be found in the folder
,Tools”.

If the video server is already connected to the network, its IP address should be listed under "Local Devices". If
not, connect the video server to the local network and click on "Rescan" for rescanning the network.

By double-clicking the IP address of the video server you will be redirected to its configuration page, where you
can change various settings described in the consequence. In alternative, you can even open a browser window:

by inserting the IP address of the video server you will be redirected to its configuration page, too.

The default IP address of the video server can be found on the product insert (normally 192.168.0.121)



= IPEdit Efx

Intemnet online devices

IP Server[220.135.169.136) |220.135.169.136 (_) Connect
Device Mame:

Mot connected

Device | Mame | Mac Address | Pt | IP Address

Local Devices

Input Ref Button m i3
Mame Wideophone-Box

Gateway o . o0 .0 .0
IP Address 192 0188 . 0 . 121e
Metmask 285 285 0285 . 0

WTTPPowt [ B0
HTTF For2 0
MAL

0 0 i

( Rescan .'__/ Submit
% =

Filhee ¥ Esi
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Hint: Please ensure that the network cable (LAN, RJ45) is connected to with the video server. Check out that
the video server is switched on (power switch beneath the power jack). If the video server works correctly on the
local network, the green LED on the network port of the video server will start blinking or lighten up.

The video server can be configured with Internet Explorer as well as with Firefox or other similar browsers.
However, it's recommended to use Internet Explorer, because it is compatible with all functionalities of the video

server.
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2.5.3 CONFIGURATION WITH WEB-INTERFACE

As soon as the configuration menu of the video server is opened within a browser or with the IPEDIT tool, the

following screen will appear:

IP Video V2.39-A ophone-B
http:/192.16 8.0.121
Change Password
Video Control
high | Quality”
320%*240 ~ | Resolition
Outdoor | Frequency
-advanced- |v| 44] STD|p»|
Splits
@104
Operation Mode
O Continuous
@ Periodic |60 msec v
View Log
Configuration
mods: | Fixed ~
Source: 1 @] 2 [0 3 [0 a0
Delete a Video
‘Watching|http:/{192.168.0.121 Add
< ES
Hint: The graphical interface of the configuration page itself depends on the used browser. The screenshots

that are shown in this manual refer to Microsoft Internet Explorer, which guarantees the full access to all

settings /

In the left

functions of the video server.
column, the primary options of the video server can be modified. The available parameters are:

Quality: compression level of the video signal; a higher quality also causes a larger quantity of data,
which has to be transferred and consequently elaborated on the network.

Resolution: resolution of the camera picture, adjustable in pixel (width x height); please choose one of
the supported values.

Frequency: frequency of the incoming video signal, depends on the signal of the attached cameras
(PAL / NTSC / others).

Splits: defines if only one video signal (full screen) or 4 video signals (split screen) should be shown.

Operation mode: allows to set up a refresh rate; in dependency of this value the pictures of the
cameras are updated.

Mode: this setting defines whether the shown video picture should be fixed (there will only be shown
the image of the defined channel) or whether should be changed between the different channels
(rotation mode, “round rohin); in the first case it can be defined which one of the 4 channels should
be shown.
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Important! Use only the ,fixed” parameter for the ,mode” settings, otherwise in Videophone there will be no
continuous video stream.

In the central part of the configuration window, the current video signal is shown in dependency of the above
listed set-tings. The lower part of the screen records messages of the video server, as for example movement
notifications in case of active motion detection function. In this window can be supervised even more than one
video server: by clicking the but-ton "Add", the IP addresses of other video servers can be inserted.

By clicking on the link "Configuration" in the left column of the screen, further settings of the video server can be
edited:

System Settings

Over this page the system settings of the video server, like for example the device name (which is used to identify
the video server within the network), the system time and time zone as well as the ports of the HTTP connection
and the video stream, can be modified. The default port for the HTTP connection is “80"; this setting should only
be changed if absolutely necessary (for example if the signal of the attached cameras as well as the configuration
page itself should be visible through internet by enabling the port forwarding function in the DSL router).

User Settings

In this configuration window can be defined whether an authentication is necessary to view the camera images
or not. If an authentication should be required, a username and a password can be inserted; if necessary, it is
also possible to delete already existing users / passwords.

Motion Detect

This page contains the administration menu of the so called "motion detection" (automatic recognition of
movements). To use this function, it must be activated in this page and there must be set the recognition rate
(Attention, a higher sensitivity of the recognition rate requires a higher refresh rate of the camera image and
could increase the sensitivity of the signal in presence of disturbances).

If a movement is recognized, the following actions can be executed by the video server:
e  The forwarding of a mail with the recorded camera pictures as attachment
e  The transfer of the recorded camera pictures to a predefined FTP server

In the section "Mail settings" the parameters for the configuration of the mail box can be set, which are necessary
to be able to send out mails. Among others, the server (SMTP) and the log-in data of the used mail box as well
as the desired recipient's addresses must be specified. In order to send out a mail at the recognition of a
movement, the option "send mail when motion detected" must be activated.

The section "FTP settings" however serves to the configuration of the transfer of recorded camera pictures onto
a FTP server. In this case, the FTP Server itself, the log-in data and the account name (dependent on the
configuration of the FTP server) have to be configured. The option "upload path" permits to insert the target
folder on the FTP server, in which the camera pictures should be stored. By changing the value "interval” the time
distances, in which the pictures should be copied, can be modified. As already seen in the mail settings, even
here an option called "upload images when motion detected" has to be activated in order to be able to use the
just described function.
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Network Settings

Over this configuration page the network settings of the video server can be changed. Primarily can be set
whether the video server should get its IP address over DHCP or whether a static IP address should be used
(default setting). In the second case the necessary data must be inserted manually.

Furthermore, the DNS parameters for the internet access can be defined, which are necessary for the correct
transfer of the camera pictures via mail / internet.

Over the section "IPMail" the video server can be configured in a way that it sends out periodically an e-mail with
its own IP address. This function can be very useful if the IP address of the video server changes dynamically
(what in case of a DHCP network can absolutely be, if not regulated separately).

DDNS Settings

The page "DDNS" can be used in order to handle the video server over the free DNS service "DynDNS"
(www.dyndns.org). This service - after free registration at www.dyndns.org - allows a constant remote access to
the video server over internet even with changing IP address. If this service is activated, the video server sends
its IP address to the DynDNS service in regular intervals; if the service recognizes an alteration of the address, it
handles the redirection of the signals automatically, so that the camera signal is never interrupted. Further
information about this function can be found on the home page of DynDNS.

2.6 2.6 FINAL CHECK OF THE CONNECTIONS

Before the different components will be used in combination with the Videophone software, it is recommended
to make the following tests, in order to guarantee that all wirings, connections and configurations are correct and
working:
Video:
. Please open a new browser window and insert the IP address of the video server
. Now start a call on the external unit of the intercom system
. Check now if the video signal of the door camera is shown correctly in the Browser window. Configure
the correct input channel or use the option “quad-view” to view all four channels at the same time.
With some intercom systems the video signal will only be activated when a call is launched!
Audio:
. Please open a new browser window and insert the IP address of the VolP gateway

. Jump to the menu ,Voice

e  Open the menu ,Information” and refresh the page by hitting ,F5" or selecting “Refresh” in the browser
menu.
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e  Please check if in the section ,Line 2 Status” the ,Registration State” is set to ,Registered”. If there is
no value or a different value (like e.g. ,Registration failed”), the VoIP gateway did not complete the
registration on the VolP server. In this case, please check the connections and settings of the audio
part again!

Hint: A custom analogue telephone can be of big benefit for troubleshooting. If it is connected to the Videophone-
Box instead of the a/b transformer module, the functionality of the Videophone system can be tested with the
telephone. Simply lift the receiver, and dial the required number (for standard configuration 101).

As a result, the active clients should begin to ring and Videophone software should appear. This method can be
used as a very quick diagnosis which identifies whether a possible malfunction should be on Videophone or on
intercom side.

Important: The tests mentioned on this side refer to the entire Videophone system! It is necessary that - beside
the Videophone-Box - a VolIP server from DIVUS is present in the network!

If the tests listed above cannot be concluded in a positive way, please check the settings of the devices as well
as their connections again by confronting them to the values shown within the last chapters. However, if the
problems still remain, please refer to the technical support of DIVUS.
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3.1

CONNECTION SCHEMES OF COMPATIBLE INTERCOM SYSTEMS
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3.2 NOTES
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